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PATENT 
Docket No. 39303.2009400 
Client Reference H71 19US 
Serial No. 09/371,760 



PROPOSED DRAFT AMENDMENT 



A sound signal analyzing device comprising: 



an input section that receives a sound signal to be analyzed; 

a characteristic extraction section that extracts a characteristic of the so;md signal as it is 
received by said input section; and 

a setting section that sets various parameters ^for use in analysis of said [the] sound signal 
[received by said input section], in accordaiice with the characteristic of the sound signal 
extracted by said characteristic extraction section, 

wherein said characteristic extraction section extracts at least one of a volume level of the 
sound signal and upper and lower pitch limits of the sound signal as said characteristic, and 

wherem said setting section sets a threshold value for use in the analysis of the sound 
signal, in accordance with the volume level of the sound signal extracted by said characteristic 
extraction section, or said setting section sets a filter characteristic for use in the analysis of the 
sound signal, in accordance with the upper and lower pitch limits extracted by said characteristic 
extraction section. 
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